
<?xml version="1.0" encoding="UTF-8" standalone="yes"?><polycomConfig xmlns:xsi="http://www.w3.org/2001/
XMLSchema-instance" xsi:noNamespaceSchemaLocation="polycomConfig.xsd"> 
            <tone> 
            <tone.dtmf 
                    tone.dtmf.level="-15" 
                    tone.dtmf.onTime="50" 
                    tone.dtmf.offTime="50" 
                    tone.dtmf.chassis.masking="0" 
                    tone.dtmf.rfc2833Control="0" 
                    tone.dtmf.viaRtp="0" 
                    voIpProt.SIP.dtmfViaSignaling.rfc2976="1" 
                    voIpProt.SIP.dtmfViaSignaling.rfc2976.nonLegacyEncoding="1" 
            /> 
        </tone> 
     
    <voIpProt.SIP.alertInfo 
            voIpProt.SIP.alertInfo.3.value="paging" voIpProt.SIP.alertInfo.3.class="autoAnswer" 
            voIpProt.SIP.alertInfo.4.value="RDZMQBJf" voIpProt.SIP.alertInfo.4.class="ringAutoAnswer" 
            voIpProt.SIP.alertInfo.1.value="external" voIpProt.SIP.alertInfo.1.class="custom1" 
            voIpProt.SIP.alertInfo.2.value="internal" voIpProt.SIP.alertInfo.2.class="custom2" /> 
    <se se.destination="chassis"> 
        <se.rt> 
        <!-- paging section --> 
            <se.rt.autoAnswer 
                    se.rt.autoAnswer.name="Ring Answer" 
                    se.rt.autoAnswer.type="ring-answer" 
                    se.rt.autoAnswer.timeout="0" 
                    se.rt.autoAnswer.ringer="2" 
                    se.rt.autoAnswer.callWait="6" 
                    se.rt.autoAnswer.mod="1"/> 
        <!-- intercom section --> 
 
             <se.rt.ringAutoAnswer 
                        se.rt.ringAutoAnswer.name="Ring Answer" se.rt.ringAutoAnswer.type="ring-answer" 
                        se.rt.ringAutoAnswer.timeout="0" 
                        se.rt.ringAutoAnswer.ringer="2" 
                        se.rt.ringAutoAnswer.callWait="6" 
                        se.rt.ringAutoAnswer.mod="1"/> 
        <!-- external ring section --> 
 
             <se.rt.custom1 se.rt.custom1.name="Low Trill" se.rt.custom1.ringer="ringer2"/> 
        <!-- internal ring section --> 
 
             <se.rt.custom2 se.rt.custom2.name="Low Trill" se.rt.custom2.ringer="ringer2"/> 
         </se.rt> 
    </se> 
 
            <call 
                call.callWaiting.enable="1" 
                call.callWaiting.ring="beep" 
                call.rejectBusyOnDnd="1" 
                call.enableOnNotRegistered="1" 
                call.offeringTimeOut="60" 
                call.ringBackTimeOut="60" 



                call.lastCallReturnString="*69" 
                call.callsPerLineKey="24" 
                call.dialtoneTimeOut="60" 
                call.transfer.blindPreferred="0" 
                call.stickyAutoLineSeize="0" 
                call.stickyAutoLineSeize.onHookDialing="0" 
                call.singleKeyPressConference="0" 
                call.localConferenceCallHold="0" 
                call.directedCallPickupString="*78" 
        > 
            <call.shared 
                    call.shared.disableDivert="1" 
                    call.shared.seizeFailReorder="1" 
                    call.shared.oneTouchResume="0" 
                    call.shared.exposeAutoHolds="1" 
            /> 
                                        <call.hold> 
                    <call.hold.localReminder 
                            call.hold.localReminder.enabled="0" 
                            call.hold.localReminder.period="60" 
                            call.hold.localReminder.startDelay="90" 
                    /> 
                </call.hold> 
                    </call> 
        <sec> 
                            <sec.srtp 
                        sec.srtp.enable="0" 
                        sec.srtp.offer="0" 
                        sec.srtp.require="0" 
                        sec.srtp.offer.HMAC_SHA1_80="0" 
                        sec.srtp.offer.HMAC_SHA1_32="0" 
                        sec.srtp.key.lifetime="0" 
                        sec.srtp.mki.enabled="0" 
                        sec.srtp.sessionParams.noAuth.offer="0" 
                        sec.srtp.sessionParams.noAuth.require="0" 
                        sec.srtp.sessionParams.noEncrypRTCP.offer="0" 
                        sec.srtp.sessionParams.noEncrypRTCP.require="0" 
                        sec.srtp.sessionParams.noEncrypRTP.offer="0" 
                        sec.srtp.sessionParams.noEncrypRTP.require="0" 
                        sec.srtp.requireMatchingTag="0" /> 
                    </sec> 
</polycomConfig>


